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Automatic artificial reverberation

• IR Parameters (RT60, ED, C, Tc, SC) to filter coefficients 

(gains & delays)

– Numerical optimization problem

• Learning by examples

– Asked 3 experts to apply reverb 

– Supervised Learning (SVMs/HMMs)

• Input: 31 Audio related features 

– MFCCs, ZCR, CF, …

• Output: Filter parameters

– Evaluation: Listening Tests 

• 16 Test Subjects

• 33 Audio Segments

• 8 stimuli (inc. reference & anchor)
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